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Session Border Controller

GSM/LTE VolP Gateway

UC2000-VE

4/8 GSM/LTE Channels

Voice/SMS/USSD

HTTP SMS API/SMPP

UC2000-VG

32 GSM/LTE Channels

Voice/SMS/USSD

HTTP SMS API/SMPP

Multi-SIM VolP Gateway

8/16/32 GSM/LTE Channels

4 SIM Slots per Channel, SIM Rotation

HTTP SMS API/SMPP

UC2000-VF

16 GSM/LTE Channels

Voice/SMS/USSD

HTTP SMS API/SMPP

SBC300

5 to 50 SIP Sessions

5 to 50 Transcoding Sessions

1+1 Hardware Redundancy (HA)

SBC3000 Pro

500 to 5,000 SIP Sessions

300 to 1,500 Transcoding Sessions

1+1 Hardware Redundancy(HA)

SBC8000

Up to 30,000 SIP Sessions

Up to 5,000 Transcoding Sessions

High Availability

SBC1000

150 to 500 SIP Sessions

50 to 200 Transcoding Sessions

1+1 Hardware Redundancy (HA)

 FXS VoIP Gateway

DAG1000-2S/4S

2/4 FXS Ports

SIP/IMS, TLS/SRTP

IPV4/IPv6, SNMP/TRO69

DAG1000-4S/8S（GE）

4/8 FXS Ports

SIP/IMS, TLS/SRTP

IPV4/IPV6, SNMP/TRO69

DAG2000-16S（GE）

16 FXS Ports

SIP/IMS, TLS/SRTP

IPV4/IPV6, SNMP/TRO69

DAG2000-24S/32S（GE）

24/32S FXS Ports, RJ11/RJ21

SIP/IMS, TLS/SRTP

IPV4/IPV6, SNMP/TRO69

DAG2500-48/72/96S（GE）

48/72/96 FXS Ports, RJ21/RJ45

SIP/IMS, TLS/SRTP

SNMP/TRO69

DAG3000-312S（GE）

312 FXS Ports, RJ21, Modular Design

SIP/IMS, TLS/SRTP

SNMP/TRO69

Redundant Power Supplies

Redundant MCUs

 FXO VoIP Gateway

DAG1000-2O

2 FXO Ports

SIP/IMS, TLS/SRTP

IPV4/IPV6, SNMP/TRO69

DAG1000-4O

4 FXO Ports

SIP/IMS, TLS/SRTP

IPv4/IPv6, Caller ID, SNMP

DAG1000-8O

8 FXO Ports

SIP/IMS, TLS/SRTP

IPv4/IPv6, Caller ID, SNMP

DAG2000-16O

16 FXO Ports

SIP/IMS, TLS/SRTP

IP4/IPv6, CallerID, SNMP

DAG3000-128O

16 Slots, 8 FXO Ports per slot

SIP/IMS, TLS/SRTP

IPV4/IPv6, Caller ID, SNMP

Redundant Power Supplies

 Hybrid VoIP Gateway

DAG1000-1S1O

1 FXS & 1 FXO Ports

SIP/IMS, TLS/SRTP

IPV4/IPV6, SNMP/TRO69

Power/IP Failure Bypass

DDAG1000-2S2O

2 FXS & 2 FXO Ports

SIP/IMS, TLS/SRTP

IPV4/IPV6, SNMP/TRO69

Power/IP Failure Bypass

DAG1000-4S4O

4 FXS & 4 FXO Ports

SIP/IMS, TLS/SRTP

IPV4/IPV6, SNMP/TRO69

Power/IP Failure Bypass

DAG2000-8S8O

8 FXS & 8 FXO Ports

SIP/IMS, TLS/SRTP

IPV4/IPV6, SNMP/TRO69

Power/IP Failure Bypass

DAG3000-32S/O

4 Slots, 8 FXS/FXO Ports per slot

SIP/IMS, TLS/SRTP

IPV4/IPv6, Caller ID, SNMP

Redundant Power Supplies

Service Platform

NMS

Auto Deployment

7*24 Real-time Monitoring

Automatically Alarm Push Notification

Remote Diagnostics

Role Management

Dashboard

Digital Media Gateway

MTG200

1/2 E1/T1 Ports

SIP UDP/TCP/TLS

ISDN PRI/SS7/R2

MTG2000

4/8/12/16/20 E1/T1 Ports

SIP UDP/TCP/TLS, ISDN PRI/SS7/R2

1+1 Redundant Power Supplies

MTG2000B

4/8/12/16 E1/T1 Ports

SIP UDP/TCP/TLS, ISDN PRI/SS7/R2

1+1 Redundant Mainboards

1+1 Redundant Power Supplies

MTG1000

1/2 E1/T1 Ports

SIP UDP/TCP/TLS

ISDN PRI/SS7/R2

MTG3000

63 E1 Ports, STM-1 155M

SIP UDP/TCP/TLS,ISDN PRI/SS7/R2

1+1 Redundant Power Supplies

1+1 Redundant Mainboards (optional)

MTG5000

64 E1/T1 Ports, 1,920 Concurrent Calls

SIP UDP/TCP/TLS, ISDN PRI/SS7/R2

1+1 Redundant Power Supplies

1+1 Redundant Mainboards (optional)



SIP Intercom

DPA

HD Audio

Onvif Video Linkage, PTZ Camera Control

Easy Integration with PBX, NVR System

Fixed&Real Time Broadcast

4G USB Dongle/USB Pen

DP81U

HD Audio

2 Lines, 2 SIP Servers

Door Access: DTMF

IK10, P65

DP85U

HD Audio

4MP HD Camera2.3" 

Graphic LCD Display

2 SIP Lines, 2 SIP Servers

DTMF, Password, IC Card

IK10, IP65

DP91

HD Audio

2 Lines, 2 SIP Servers

Door Access: DTMF

IK54, IPO7

DP98

HD Audio

4MP HD Camera

2 SIP Lines, 2 SIP Servers

DTMF, Password, IC Card

IK10, P65

DP92

HD Audio

One Touch Call

Door Access: DTMF

IK10, IP65

4G Wireless (Optional)

DP88

HD Audio

4MP HD Camera

2.3" Graphic LcD Display

2 SIP Lines, 2 SIP Servers

DTMF, Password, IC Card

IK10, IP65

DP92V

HD Audio

4MP HD Camera

One Touch Call

Door Access: DTMF

IK10, IP65

4G Wireless (Optional)

D70W

Linux OS

7" TFT LCD Display

10/100Mbps Ethernet

Multi-Alarm Input

PoE

DINSTAR was founded in 2011. Listed on 

New OTC Market in China in 2016, Stock 

Code: 870319. DINSTAR is a leading global 

provider of IP Unified Communication 

products， dedicated to deliver more agile, 

efficient and affordable solutions and 

unparalleled communication experiences.

DINSTAR is a leading global provider of IP 

Unified Communications products. We 

have been delivering more agile, efficient 

and affordable communication solutions 

to our customers through our reliable, 

innovative and future-proof products. Now 

we have more than 200 employees.

Most of our specialists come from top-rank 

global telecommunication providers, who 

have  dedicated themselves to VoIP, 

unified  communications and wireless 

mobile network technology for more than 

20 years.

Complete VoIP and IP communication 

products include IP PBXs, Session Border 

Controllers, Analog VoIP Gateways, Digital 

VoIP  Gateways ,  VoIP  GSM/LTE  4G 

Gateways,  SIMBank, IP Phones,  SIP 

Intercoms.
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OUR  CUSTOMERS

Telecom Operator

BFSI

IT Company

Travel & Hospitality

Utility

Manufacturing

Logistics

Consumer Goods & Retail

Shenzhen Dinstar Co.,Ltd.
Tel：+86 755 61919966                  Fax：+86 755 26456659

E-mail：sales@dinstar.com         support@dinstar.com

Website：www.dinstar.com

Add：Floor 18, Building 7A, Vanke Cloud City Phase 1, Xingke 1st Street, 

Xili Sub-district，Nanshan District, Shenzhen, P.R. China  518000

LinkedIn Twitter YouTube Facebook

Video Phone

A808A

8" HD IPS Touchscreen

Numeric Keypad + 276 Touch Keys

1080P HD Video Calling

8MP HD Camera (with Privacy Cover)

Supports 16 SlP Lines

10-Party Audio Conference and 4-Party Video Conference

Built-in Bluetooth 5.0 and Dual-Band Wi-Fi

Supports HDMl, Type-C, and UsB Interfaces

Dual Gigabit Ports with PoE

Android 14 System

A808B

8" HD IPS Touchscreen

276 Touch Programmable Keys

1080P HD Video Calling

8MP HD Camera (with Privacy Cover)

Supports 16 SlP Lines

10-Party Audio Conference and 4-Party Video Conference

Built-in Bluetooth 5.0 and Dual-Band Wi-Fi

Supports HDMl, Type-C, and USB Interfaces

Dual Gigabit Ports with PoE

Android 14 System

Hotel Phone

H60P/H60W

Hotel Ip Phone

2 SIP Accounts

HD Audio

2*10/100Mbps Network Ports

Wi-Fi Optional(H60W)

Customized Faceplate

8 Programmable Keys

PoE

IP PBX

UC200 Pro

60 to 500 SIP Users

15 to 50 Concurrent Calls

Default Analog Ports: 2 FXS, 2 FXO

3 Additional User Board Slots

Option for 2S, 20, or 1S1O Modules

UC350

500 to 1,000 SIP Users

60 to 120 Concurrent Calls

Modular Design

Max 32 FXS/FXO or 4 E1s

Complete PBX Features

UC350 Pro

2,000 to 5,000 SIP Users

200 to 500 Concurrent Calls

Modular Design

Max 32 FXS/FXO or 16 E1s

Complete PBX Features

Operator Console Module Optional
Hotel PMS Module Optional

UC8000

Up to 20,000 SIP Extensions

Up to 4,000 Concurrent Calls

On-premise or Cloud

High Availability

Easy to Scale

Operator Console Module Optional
Hotel PMS Module Optional

Operator Console Module Optional
Hotel PMS Module Optional

Operator Console Module Optional
Hotel PMS Module Optional

DinLink Softphone

HD Audio and Video Call

Incoming Call Push

Phonebook

One-Touch Call Recording

Free Internal Extension Calling

Call Transfer

Call Log

IP Phone

G100

2 SIP Accounts

2.3”132x64 Pixel Graphic LCD with Backlight

HD Audio

2*10/100Mbps Network Ports

LDAP, XML Phone Book

2 Line Keys

PoE

2 Line Keys

PoE

G240

6 SIP Accounts

2.4”240x320 Pixel Color Display

HD Audio

Dual Gigabit Network Ports

LDAP, XML Phone Book

G280

6 SIP Accounts

2.8”320x240 Pixel Color Display

HD Audio

Dual Gigabit Network Ports

LDAP, XML Phone Book

30 Line Keys

PoE

USB Port: USB2.0*1

PoE

G430

20 SIP Accounts

4.3" 480x272 Pixel Color Display

HD Audio

Dual Gigabit Network Ports with PoE

LDAP, XML Phone Book

50 Line Keys

G500

HD Voice

Up to 20 SIP Accounts

12 Line keys (including one customisable AI key)

6-way Conference

USB2.0 port

5" 1280x720-pixel SPI LCD with backlight

Dual-port Gigabit Ethernet

Support EHS wireless headset


